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Description

Field of the invention

[0001] This invention generally relates to a hearing de-
vice and to methods for providing a better audible signal
to the user of the hearing device. More particularly, the
invention relates to a hearing device comprising a hear-
ing aid circuitry and an active noise cancellation (ANC)
system. A hearing device may be such as a behind-the-
ear (BTE), in-the-ear (ITE), completely-in-canal (CIC) or
receiver-in-the-ear (RITE) hearing device or cochlear im-
plant (CI).

Background of the invention

[0002] Previously active noise cancellation (ANC) sys-
tems and hearing aids have not been used in combina-
tion. ANC and hearing aids work in opposite ways, since
a hearing aid amplifies sound and ANC attenuates
sound. But by combining a hearing aid and an ANC in a
suitable way as in this invention, it is possible to obtain
the advantages and technical effects of both systems.
[0003] WO05052911 relates to a hearing aid which can
perform active noise cancellation. The hearing aid in-
cludes a signal processor which produces a compensa-
tion/cancellation signal that can attenuate acoustic sig-
nals that bypasses the signal path of the hearing aid and
enters the ear canal.
[0004] DE 1033219 also relates to a hearing aid which
can perform active noise cancellation. The active noise
cancellation is performed by processing signals from one
or more microphones and loudspeakers arranged in the
hearing aid vent. The microphone signals are transmitted
to a filter unit in order to attenuate unwanted acoustic
signals.
[0005] WO06003618 relates to an earplug with a circuit
for active noise cancellation. When a noise signal is re-
ceived in the earplug, a cancelling signal is processed
by means of the circuit to cancel the noise signal.
[0006] US6567524 concerns a hearing protective ear-
plug with an audio communication terminal for obtaining
speech signals of high quality while attenuating noise.
The earplug performs noise attenuation automatically
adapted to the noise conditions and communication
modes.
[0007] US6181801 and US6021207 relate to a com-
munications earpiece which receives audio signals,
wired and wireless, respectively, sent from an external
device such as a mobile phone. Ambient sounds are used
for noise cancellation. The communications earpiece can
be used by both hearing impaired and non-hearing im-
paired users.
[0008] EP 0 579 152 discloses a noise and feedback
suppression system in a hearing aid relying on the em-
pirical or analytical determination of the feedback transfer
function of the hearing aid.
[0009] US4783818 discloses a digital feed-back can-

cellation (DFC) system, i.e. a dynamic system that con-
tinuously estimates the feed-back path of the hearing aid
circuitry, which is the transfer function through the output
transducer into the vent, out of the vent and through the
input transducer.
[0010] In such dynamic digital feed-back cancellation
systems, a digital filter DSP1 eavesdrops on the input to
the hearing aid speaker, and the output of the DSP1 is
subtracted from the output of the hearing aid microphone.
The resulting difference is fed to a signal processor
(DSP2) which performs hearing aid processing, and the
output of DSP2 is fed to the speaker. An estimating unit
in DSP1 continuously determines the correlation be-
tween the signal provided to the speaker and the signal
received by the microphone and sets the coefficients of
DSP1 such that the correlation is minimised. The result
is that the transfer function of the DSP1 substantially al-
ways matches the transfer function of the acoustic feed-
back path.
[0011] When a hearing device user is in a noisy envi-
ronment, it is advantageous that the hearing device can
perform active noise cancellation. But it is a problem of
the prior art that when the hearing device operates as
active noise cancellation, sound signals, both the unde-
sired and the desired, will be attenuated due to the active
noise cancellation. This may not always be desirable.
[0012] It therefore remains a problem to provide a hear-
ing device which improves active noise cancellation
(ANC) and thus may provide a better audible signal to
the user.

Summary

[0013] Disclosed is a hearing device system according
to claim 1.
[0014] Consequently, it is an advantage that the proc-
essed electric audio signal is combined with the active
noise cancellation signal, since by providing the com-
bined signal to the output transducer, all noise signals
that have entered the ear canal by either a hearing device
vent, by leakage between the hearing device and the ear
canal wall, through an input transducer etc. will be can-
celled or reduced.
[0015] The interference between the noise signals that
have entered the ear canal and the cancellation signal
in the combined signal occurs in the residual space de-
fined between the hearing device in the ear canal and
the tympanic membrane.
[0016] It is an advantage that all undesired sound sig-
nals will be attenuated, when the active noise cancella-
tion (ANC) system is active.
[0017] Typically, a hearing device vent channel is in-
cluded in hearing devices for user comfort, since a vent
enables sound pressure equalisation between the ambi-
ent space surrounding the hearing device user and the
residual space in the ear canal, at low frequencies. But
the vent allows sound signals from the surroundings to
enter into the ear canal even when the hearing aid cir-
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cuitry is turned off, and this may be very unpleasant and
annoying for the user.
[0018] In the hearing device of the present invention
the ANC system may attenuate sound signals constantly,
even when the hearing aid functionality is turned off, and
therefore the user may avoid noise from all undesired
sound signals.
[0019] Traditionally, if a hearing aid circuitry is operat-
ed as an ANC, the hearing aid circuitry will consequently
reduce, attenuate or block out audio signals. The user of
the hearing device may therefore loose desired audio
signals, since they may be attenuated as the undesired
audio signals. Therefore it is an advantage of the present
invention that the hearing device may comprise both a
hearing aid circuitry with hearing aid functionality and an
ANC system with noise cancelling abilities.
[0020] A further advantage of using both ANC and a
hearing aid circuitry is that noise contributions from a
specific frequency range may be reduced. A conventional
hearing aid circuitry can not reduce acoustic signals more
than what is achieved by turning off the amplification in
a particular frequency band. But when combining a hear-
ing aid circuitry and an ANC system, the ANC makes it
possible to reduce the amplification to an even lower level
or lower response than the "occluded" response, which
is the sound pressure level in the residual space, when
at least a part of the hearing device is inserted into the
ear canal and the gain turned off.
[0021] An example to illustrate this: if in the occluded
response the frequency range from 700 to 1100 Hz is
dominated by a noise signal of 80 dB SPL (sound pres-
sure level), and the frequency range above 1100 Hz is
dominated by a desired signal, i.e. speech, at 60 dB SPL,
then a conventional hearing device would need to amplify
the signals above 1100 Hz with 30 dB to get 10 dB SNR
(signal-to-noise ratio). If the ANC reduced the direct
sound by 15 dB, then the occluded response from 700
to 1100 Hz would be 65 dB SPL, and then the hearing
device would only need to amplify the bands above 1100
Hz with 15 dB gain instead of 30 dB gain to get 10 dB
SNR. Or alternatively if the hearing device amplifies 30
dB, then the SNR becomes 25 dB. Additionally, an im-
proved dynamic range is achieved, since the dynamic
range is the ratio between noise and the most powerful
signal.
[0022] In one embodiment the hearing device system
may further comprises an audio streaming control unit
adapted to receive, and optionally process, a second au-
dio signal from an audio streaming device. Alternatively,
the hearing device system may comprise an audio
streaming device for generating the second audio signal.
[0023] Consequently, it is an advantage that the hear-
ing device system may comprise both a hearing aid cir-
cuitry, active noise cancellation and means for receiving
an audio signal from an audio streaming device. Noise,
such as background noise from e.g. cars, aircrafts etc,
can be a problem to hearing device users. When a user
is in a noisy environment, the hearing device may perform

active noise cancellation, and at the same time it may be
advantageous for the user to listen to music, radio etc
from the audio streaming device. In some embodiments,
the combiner unit may thus further be adapted to combine
the, optionally processed, second audio signal with the
active noise cancellation signal.
[0024] The noise cancellation performed by the ANC
system will together with the streamed audio signal result
in an improved signal-to-noise ratio (SNR) for the user,
since unwanted audio noise will be cancelled or reduced
while a desired audio signal is streamed directly to the
output transducer(s), e.g. loud speaker(s), in the ear ca-
nal(s) of the user.
[0025] The audio streaming device may be such as a
radio transmission, a music player such as a MP3 player,
a mobile phone, audio transmission from a TV and/or the
like.
[0026] The audio streaming device may e.g. be wire-
lessly connected or wire-connected to the hearing de-
vice.
[0027] The hearing aid circuitry may be fully functional
when the ANC system is active. The hearing aid circuitry
may also be in a condition where the audio streaming
device transmits audio signals to the hearing device, so
that the user can listen to e.g. music.
[0028] The user may choose to listen to e.g. music
when there is much noise in the surroundings, but the
user may also choose to listen to music, radio, TV etc.
even though there is not any noise in the surroundings.
It is understood that the audio streaming device may be
used for any purpose at any time, e.g. listening to music,
mobile phone usage etc.
[0029] Furthermore, it is understood that the hearing
device may be used by hearing impaired users and/or
non-hearing impaired users. If the hearing device is used
by a hearing impaired user, the signal processor is adapt-
ed to process all received audio signals, both from the
input transducer(s) and from the audio streaming device,
according to the user’s hearing loss. In addition to this,
the ANC system will cancel noise from the surroundings.
[0030] Applications for hearing-impaired users may
be:

- hearing aid circuitry and ANC,
- hearing aid circuitry, ANC and audio streaming de-

vice in order to improve SNR.

[0031] If the hearing device is used by a non-hearing
impaired user, the ANC system will cancel noise from
the surroundings, and the user may use the audio stream-
ing device for mobile phone usage, listening to music,
radio etc.
[0032] Applications for non-hearing impaired users
may be:

- ANC,
- ANC and audio streaming,
- security personal,
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- headset(s) in the ear(s),
- for people in noisy environment,

[0033] In one embodiment a hearing device system is
disclosed wherein the at least one active noise cancel-
lation unit may be analogue.
[0034] An advantage of this embodiment is that the
analogue ANC will cancel, reduce or attenuate the direct
sound, which is the sound through the hearing device
vent and possible leakage between the ear mould and
the ear canal, and this will result in a reduced comb filter
effect. The comb filter effect occurs when a delayed ver-
sion of a signal is added to the signal itself, which causes
constructive and destructive interference. The comb filter
effect occurs in digital hearing devices, because the de-
lay through the digital hearing device processing path
and the direct sound through the vent will result in acous-
tic interference, since some frequencies are cancelled
out due to same level and opposite phase of direct sound
through the vent and the delayed sound through the dig-
ital hearing device.
[0035] Another way to solve the problem of the comb
filter effect would be by reducing the vent size, but a side
effect of reducing the vent size is that occlusion is in-
creased. When the hearing device user speaks there will
be a build-up of low frequency sound conducted via the
skull and head tissue to the residual space in the ear
canal behind the hearing device. This build-up of sound
produces the so-called occlusion effect.
[0036] So by using the effect of the ANC to reduce the
direct sound though the vent and thereby reducing the
comb filter effect, reduction of vent size may not be nec-
essary and occlusion may thereby be avoided.
[0037] Furthermore, if a digital hearing aid circuitry is
operated as an ANC system, the delay through the elec-
tronics should be very low due to the sound parsed
through the vent, because the delay in the signal process-
ing should be comparable with the delay of sound enter-
ing through the vent in order for the noise cancellation to
take place. In an analogue ANC system there is a low
delay, which is an advantage for achieving a well-func-
tioning ANC system. So by having an analogue signal
path as in this embodiment, the delay will be low.
[0038] The hearing device system further comprises a
digital feed-back cancellation unit. In one embodiment,
the digital feedback cancellation unit is adapted to adjust
gain in the active noise cancellation filter.
[0039] The gain in the ANC filter may need to be ad-
justed according to the openness, vent size and/or leak-
age ("effective vent") of the individual hearing device in
a specific ear, and these parameters can be dynamically
changing. The digital feed-back cancellation (DFC) is a
dynamic system that continuously estimates the feed-
back path of the hearing aid circuitry, which is the transfer
function through the output transducer into the vent, out
of the vent and through the input transducer.
[0040] An advantage of this embodiment is that the
transfer function contains information about how open

the vent is and may therefore be used to update the gain
of the ANC filter.
[0041] This application may be used for ANC systems
like analogue feed-forward ANC systems, analogue
feed-back ANC systems, digital feed-forward ANC sys-
tems, digital feed-back ANC systems and/or combina-
tions thereof.
[0042] In one embodiment the digital feed-back can-
cellation unit is adapted to adjust the filter characteristics
of the active noise cancellation filter.
[0043] An advantage of this embodiment is that the
filter characteristics, such as frequency response, of the
ANC filter may be adjusted according to the DFC. This
application may also be used for ANC systems like an-
alogue feed-forward ANC systems, analogue feed-back
ANC systems, digital feed-forward ANC systems, digital
feed-back ANC systems and/or combinations thereof.
[0044] Typically, in conventional hearing devices an
adaptive and adjustable system is obtained by imple-
menting an extra microphone, a so called error micro-
phone, which can receive and communicate "error sig-
nals" in the hearing device. By implementing a DFC sys-
tem, which may adjust and adapt gain and/or filter char-
acteristics in the ANC filter, an error microphone in the
hearing device may be omitted.
[0045] It is to be understood that any suitable kind of
acoustical feedback path estimator may be implemented
in order to obtain the feedback estimation and cancella-
tion.
[0046] In one embodiment the hearing device system
may further comprise an output automatic gain control
(AGC) unit. In a conventional hearing aid the vent limits
how powerful the sound pressures generated by the out-
put transducer may be at low frequencies. The maximum
output from the output transducer will easily be reached
at low frequencies, e.g. 90-95 dB at 200 Hz and 100-115
dB at 1 kHz. Consequently, it is an advantage of this
embodiment that by implementing an AGC in the hearing
device, it may be ensured that the output transducer does
not cut at powerful sound pressures in the low frequency
region, and at the same time a high dynamic region is
retained at high frequencies.
[0047] In one embodiment the hearing device system
may further comprise a pulse width modulation unit
adapted to perform pulse width modulation of the com-
bined signal.
[0048] In one embodiment the hearing device system
may further comprise a pulse density modulation unit
adapted to perform pulse density modulation of the proc-
essed electric audio signal.
[0049] An advantage of these embodiments is that
pulse width modulated signals and pulse density modu-
lated signals allow the exploitation the benefits of class
C/D operation, thus providing increased efficiency and
low power consumption.
[0050] Further embodiments are disclosed in the de-
pendent claims.
[0051] According to one aspect a method of improving
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noise cancellation in a hearing device system, according
to claim 17 is presented
[0052] The present invention relates to different as-
pects including the hearing device described above and
in the following, and corresponding methods, devices,
and/or product means, each yielding one or more of the
benefits and advantages described in connection with
the first mentioned aspect, and each having one or more
embodiments corresponding to the embodiments de-
scribed in connection with the first mentioned aspect
and/or disclosed in the appended claims.

Brief description of the drawings

[0053] The above and/or additional objects, features
and advantages of the present invention, will be further
elucidated by the following illustrative and nonlimiting de-
tailed description of embodiments of the present inven-
tion, with reference to the appended drawing, wherein:

Fig. 1 shows a schematic view of a hearing device.

Fig. 2 shows a schematic view of feed-forward active
noise cancellation in a hearing device.

Fig. 3 shows a schematic view of feed-back active
noise cancellation in a hearing device.

Fig. 4 shows a schematic view of active noise can-
cellation and audio streaming in a hearing device.

Fig. 5 shows a schematic view of digital feed-back
cancellation in a hearing device.

Detailed description

[0054] In the following description, reference is made
to the accompanying figures, which show by way of illus-
tration how the invention may be practiced.
[0055] Figure 1 shows a hearing device 100 combining
a digital hearing aid circuitry 101 and an analogue ANC
system 102.
[0056] The hearing aid circuitry part 101 comprises a
signal path comprising one input transducer 103, e.g. a
microphone, which points towards the ambient space
surrounding the hearing device user and which converts
an ambient sound entering the ear of the user from the
ambient space to an electric signal. Even though one
input transducer is shown in the figure, it is understood
that there can be more than one input transducer and
more than one signal path.
[0057] The electric signal is communicated to a gain
stage (G1) 104 in which the electric signal is amplified.
From the gain stage (G1) 104 the signal is communicated
to an analogue-to-digital (A/D) converter 105, which con-
verts the amplified analogue electric signal to a digital
signal. The digital electric signal is communicated to a
digital signal processing (DSP) unit 106 being adapted

to process the digital electric signal in accordance with
a desired correction of the hearing loss specific for the
user of the hearing device. The digital electric signal is
communicated to a digital-to-analogue (D/A) converter
107, which converts the digital electric signal to an ana-
logue pulse density modulated (PDM) electric signal. The
analogue electric signal is communicated to a multiplexer
108, and then to a low output impedance output driver
109.. Finally the analogue PDM electric signal is com-
municated to an output transducer 110, e.g. a loudspeak-
er, which converts the electric signal to a sound pressure
signal affecting the tympanic membrane in the residual
space (not shown).
[0058] The active noise cancellation (ANC) system,
which is part 102 of the hearing device 100, comprises
an analogue signal path that is implemented in parallel
of the hearing aid circuitry input transducer (microphone)
channel. The ANC system may have its own input trans-
ducer(s) and output transducer, but in a hearing device
application the existing input transducer(s) 103 and out-
put transducer 110 may be reused.
[0059] A first analogue signal path comprises a gain
stage (G2) 111 and an ANC unit 112, which can be con-
figured to perform active noise cancellation by means of
an ANC filter. This first signal path provides a first signal.
Even though two gain stages, 104 and 111 are shown in
figure 1, it is understood that gain stage 104 in the hearing
aid circuitry microphone channel, part 101, may be re-
used in the ANC system, part 102, and hence only one
gain stage may be needed, as indicated by the dashed
lines in fig. 1.
[0060] The ANC filter unit is configured to provide ac-
tive noise cancellation of the noise from the surroundings.
Noise may be unwanted audio signals which disturb the
hearing device user. The analogue system has the ad-
vantage of an extremely low delay, which is essential to
a well functioning ANC system. In one embodiment the
ANC system can be a feed-forward type, where the noise
cancellation is based on a signal from an external input
transducer, e.g. a microphone. The external input trans-
ducer may e.g. be the input transducer 103 in fig. 1 and/or
it may be a second input transducer positioned close to
the vent opening pointing towards the ambient space sur-
rounding the hearing device user.
[0061] In another embodiment the ANC system may
be a feed-back type, where the noise cancellation signal
is based on an internal input transducer, e.g. a micro-
phone, sensing the sound experienced by the hearing
device user. The internal input transducer may e.g. be
placed in the end of the hearing device pointing towards
the residual space in the ear canal.
[0062] In a third embodiment the ANC system may be
a combination of a feed-forward type and a feed-back
type.
[0063] A second signal path comprises a digital-to-an-
alogue (D/A) converter 113 and an anti-aliasing filter 114
to convert a digital signal from the DSP 106 to an ana-
logue signal.
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[0064] In one embodiment a digital signal may be
streamed/communicated from an external device (not
shown) through the DSP 106 into the signal path 102.
The external audio streaming device may be e.g. a di-
rectional microphone array, a TV connection, a mobile
phone, a radio, a music player such as an MP3 etc.
streaming an audio signal.
[0065] The external audio streaming device may be
wire-connected or wirelessly connected to the hearing
device e.g. by means of point-to-point communication,
broadcasting, cellular networks and/or other wireless
network.
[0066] The audio signal from the external device may
be streamed, when the hearing device user is e.g. in a
noisy environment, such as near cars, aircrafts etc. and
the user therefore wishes to listen to e.g. music or radio
instead of hearing noise in the hearing device.
[0067] The ANC system may cancel or reduce the sur-
rounding noise, while the streamed signal from the ex-
ternal device may be processed through the DSP 106 of
the hearing aid circuitry part 101 in order to correct or
compensate for any hearing loss that the user may have.
The function of the ANC system together with the
streamed signal will result in an improved signal-to-noise
ratio (SNR), since unwanted audio noise will be cancelled
or reduced while a desired audio signal is streamed di-
rectly to the output transducer 110 of the hearing device
100.
[0068] Since the same DSP unit 106 may be used for
correcting all input signals in the hearing device, both
from the input transducer 103 and from the external de-
vice, only one DSP unit is needed.
[0069] In another embodiment the streamed signal
may be processed in the external device before being
transmitted to the hearing device 100, and then the ex-
ternal device will therefore have to be configured for a
specific hearing loss.
[0070] The ANC signal and the processed, hearing
loss corrected signal are then combined at the combiner
unit 116 before being fed to a pulse width modulation
(PWM) stage 115, or a stage that provides the analogue
signal with low output impedance, whereby the signal
may be communicated to the output transducer 110 di-
rectly. The PWM stage has low delay and high power
efficiency.
[0071] In the hearing aid circuitry part 101 of the hear-
ing device 100 the output transducer 110 is driven using
a pulse density modulated signal" and in the ANC system
the signal is pulse width modulated in the PWM stage
115. Pulse width modulated and pulse density modulated
signals have the benefit of allowing class C/D operation
in the output stage, thereby providing high efficiency and
low power consumption.
[0072] Since both signals, from signal path 101 and
102, therefore are present as a pulse modulated signal
("1-bit signal"), they may share the output driver (ampli-
fier) 109, described above. By using the multiplexer 108
it is possible to switch between the two signal paths. Al-

ternatively, the system may be constructed in a way
where the two paths 101 and 102 have separate drivers
or where the PWM stage (115) drives the output trans-
ducer 110 directly.
[0073] The digital hearing aid circuitry 101 may be fully
functional when the ANC system 102 is active, or it may
be in a condition where the audio signal comes from an
external device (not shown), e.g. an audio streaming de-
vice, such as a radio, an MP3 music player or from ex-
ternal microphones.
[0074] Even though the figure shows a digital hearing
aid circuitry and an analogue ANC system, it is under-
stood that the hearing aid circuitry may be analogue
and/or that the ANC system may be digital.
[0075] Fig. 2 shows a hearing device 200 performing
feed-forward active noise cancellation (ANC) by means
of an ANC unit 201.
[0076] External noise signals 202 may enter the ear
canal through the vent 203 and/or by means of leakage
204 between the hearing device and the ear canal wall.
The noise signals may also be detected by an external
input transducer 205. It is understood that there may be
one or more external input transducers 205. The external
input transducer(s) 205 may be the conventional hearing
aid circuitry input transducer(s) and/or dedicated ANC
input transducer(s) placed e.g. on the external side of
the hearing device, i.e. pointing towards the surround-
ings.
[0077] The ANC unit 201 filters the audio signal com-
municated from the input transducer 205. When the audio
signal is converted to sound by means of an output trans-
ducer 206, this sound signal will interfere with the noise
signals from the noise signal paths, that entered the ear
canal though the vent 203 and/or by means of leakage
204, and this will result in a cancelled or reduced sound
pressure in the residual space 207 of the ear canal be-
tween the hearing device 200 and at the tympanic mem-
brane 208.
[0078] The ANC unit may be analogue or digital or a
combination of both. The output transducer 206 may be
the conventional hearing device output transducer or it
may be a dedicated ANC output transducer. Even though
only one output transducer 206 is shown in the figure, it
is understood that there may be one or more output trans-
ducers in the hearing device.
[0079] Fig. 3 shows a hearing device 300 performing
feedback active noise cancellation by means of an ANC
unit 301.
[0080] External noise signals 302 may enter the ear
canal through the vent 303 and/or by means of leakage
304 between the hearing device and the ear canal wall.
The noise signals may be detected in the ear by an in-
ternal input transducer 305. It is understood that there
may be one or more internal input transducers 305.
[0081] The ANC unit 301 filters the audio signal com-
municated from the internal input transducer 305. When
the audio signal is converted to sound by means of an
output transducer 306, this sound signal will interfere with

9 10 



EP 2 023 664 B1

7

5

10

15

20

25

30

35

40

45

50

55

the noise signals from the signal paths, that entered the
ear canal through the vent 303 and/or by means of leak-
age 304, and this will result in a cancelled or reduced
sound pressure in the residual space 307 of the ear canal
between the hearing device 300 and at the tympanic
membrane 308.
[0082] The ANC unit may be analogue or digital or a
combination of both. The output transducer 306 may be
the conventional hearing device output transducer or it
may be a dedicated ANC output transducer. Even though
only one output transducer 306 is shown in the figure, it
is understood that there may be one or more output trans-
ducers in the hearing device.
[0083] Fig. 4 shows a hearing device 400 with active
noise cancellation and streaming of audio signals 409.
[0084] The hearing device 400 performs feed-forward
active noise cancellation (ANC) by means of an ANC unit
401.
[0085] External noise signals 402 may enter the ear
canal through the vent 403 and/or by means of leakage
404 between the hearing device and the ear canal wall.
The noise signals may also be detected by an external
input transducer 405. It is understood that there may be
one or more external input transducers 405. The external
input transducer(s) 405 may be the conventional hearing
aid circuitry input transducer(s) and/or dedicated ANC
input transducer(s) placed e.g. on the external side of
the hearing device.
[0086] The ANC unit 401 filters the audio signal com-
municated from the input transducer 405. When the audio
signal is converted to sound by means of an output trans-
ducer 406, this sound signal will interfere with the noise
signals, that entered the ear canal though the vent 403
and/or by means of leakage 404, and this will result in a
cancelled or reduced sound pressure in the residual
space 407 of the ear canal between the hearing device
400 and at the tympanic membrane 408.
[0087] The ANC unit may be analogue or digital or a
combination of both. The output transducer 406 may be
the conventional hearing device output transducer or it
may be a dedicated ANC output transducer. Even though
only one output transducer 406 is shown in the figure, it
is understood that there may be one or more output trans-
ducers in the hearing device.
[0088] The streamed audio signal 409 may be received
in any other way than acoustical in order to ensure that
only acoustical signals, i.e. the external acoustical noise
signals 402, is cancelled or reduced and that the
streamed audio signal 409 remains in the residual space
of the ear canal 407.
[0089] The streaming may via a direct audio input
(DAI), telecoil, RF etc., and it may be analogue or digital,
e.g. nearlink or bluetooth.
[0090] The controller unit 410 receives the streamed
signal 409 and performs signal processing of it, i.e. filter-
ing, gain, correction etc. before communicating it to the
output transducer 406. For example, the controller unit
may be implemented as a part of DSP 106 shown in fig.

1 or as a separate unit feeding its output signal via DSP
106 to the combiner unit 116 of fig. 1.
[0091] Even though the figure shows a feed-forward
ANC system, it is understood that the system may be
implemented in a feedback ANC system. In a feedback
system, the streamed signal could be detected by an
internal feedback microphone and thereby attenuated.
However, this could be accounted for in the control unit
410.
[0092] Fig. 5 shows a hearing device 500 with a digital
feedback cancellation (DFC) system 511. Information
from the DFC system 511 may be used to optimize or
adjust the ANC filter unit 501. The DFC system 511 may
be a part of the digital signal processing unit 512 in a
digital hearing aid circuitry, e.g. DSP 106 shown in fig.
1, and is used for detection and suppression of howling
caused by acoustical feedback. The DFC continuously
estimates the acoustical feedback path, which is the
transfer function of the output transducer 506 in the ear,
the vent 503 and the external input transducer 505. In-
formation from this transfer function may be used to ad-
just the gain and the frequency response of the ANC filter
for optimal ANC performance.
[0093] All embodiments shown in the figures and de-
scribed above may apply for both in-the-ear hearing de-
vice styles (e.g. ITE, CIC, ITC, MIC etc), behind-the-ear
hearing device styles (BTE) and receiver-in-the-ear hear-
ing device styles (RITE). For the BTE and the RITE styles,
the input transducer, e.g. microphone, may be placed
behind the ear like the conventional microphone location
for the particular styles in a feed-forward ANC setup, or
the microphone may be placed in the ear, like the position
of an ITE hearing device microphone.
[0094] Although some embodiments have been de-
scribed and shown in detail, the invention is not restricted
to them, but may also be embodied in other ways within
the scope of the subject matter defined in the following
claims. In particular, it is to be understood that other em-
bodiments may be utilised and structural and functional
modifications may be made without departing from the
scope of the present invention.
[0095] In device claims enumerating several means,
several of these means may be embodied by one and
the same item of hardware. The mere fact that certain
measures are recited in mutually different dependent
claims or described in different embodiments does not
indicate that a combination of these measures cannot be
used to advantage.
[0096] It should be emphasized that the term "compris-
es/comprising" when used in this specification is taken
to specify the presence of stated features, integers, steps
or components but does not preclude the presence or
addition of one or more other features, integers, steps,
components or groups thereof.
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Claims

1. A hearing device system comprising at least one
hearing aid circuitry and at least one active noise
cancellation unit,
the at least one hearing aid circuitry comprising:

- at least one input transducer adapted to con-
vert a first audio signal to an electric audio signal;
- a signal processor connected to the at least
one input transducer and adapted to process
said electric audio signal by at least partially cor-
recting for a hearing loss of a user;
- an output transducer adapted to generate from
at least said processed electric audio signal a
sound pressure in an ear canal of the user,
whereby the generated sound pressure is at
least partially corrected for the hearing loss of
the user;
- a feedback cancellation unit adapted to esti-
mate an acoustical feedback path,

the at least one active noise cancellation unit com-
prising an active noise cancellation filter and being
adapted to provide an active noise cancellation sig-
nal adapted to perform active noise cancellation of
an acoustical signal entering the ear canal in addition
to said generated sound pressure,
the hearing device system further comprising a com-
biner unit adapted to combine the processed electric
audio signal with the active noise cancellation signal,
to obtain a combined signal and to provide the com-
bined signal to the output transducer,
wherein the feedback cancellation unit is further
adapted to adjust a gain and/or filter characteristics
of the active noise cancellation filter in dependence
on the estimated acoustical feedback path.

2. A hearing device system according to claim 1,
wherein the feedback cancellation unit is adapted to
adjust a frequency response of the active noise can-
cellation filter.

3. A hearing device system according to claim 1 or 2,
wherein the hearing device system further compris-
es an audio streaming control unit adapted to receive
a second audio signal from an audio streaming de-
vice.

4. A hearing device system according to claim 3,
wherein the combiner unit is further adapted to com-
bine the second audio signal with the active noise
cancellation signal, to obtain a combined signal and
to provide the combined signal to the output trans-
ducer.

5. A hearing device system according to claim 3 or 4,
wherein the audio streaming device is digital.

6. A hearing device system according to claim 3 or 4,
wherein the audio streaming device is analogue.

7. A hearing device system according to any one of
claims 3 to 6, wherein the hearing device system is
wirelessly connectable to the audio streaming de-
vice.

8. A hearing device system according to any one of
claims 3 to 6, wherein the hearing device system is
wire-connectable to the audio streaming device.

9. A hearing device system according to any one of
claims 1 to 8, wherein the at least one active noise
cancellation unit further comprises an output auto-
matic gain control.

10. A hearing device system according to any one of
claims 1 to 9, wherein the hearing device system
further comprises a pulse width modulation unit
adapted to perform pulse width modulation of the
combined signal.

11. A hearing device system according to any one of
claims 1 to 10, wherein the hearing device system
further comprises a pulse density modulation unit
adapted to perform pulse density modulation of the
processed electric audio signal.

12. A hearing device system according to any one of
claims 1 to 11, wherein the at least one active noise
cancellation unit is analogue.

13. A hearing device system according to any one of
claims 1 to 11, wherein the at least one active noise
cancellation unit is digital.

14. A hearing device system according to any one of
claims 1 to 13, wherein the at least one active noise
cancellation unit is a feed-forward type active noise
cancellation unit, where noise cancellation is based
on a signal from the at least one input transducer.

15. A hearing device system according to any one of
claims 1 to 13, wherein the at least one active noise
cancellation unit is a feedback type active noise can-
cellation unit, where noise cancellation is based on
a second input transducer adapted to convert a sec-
ond audio signal from residual space.

16. A hearing device system according to any one of
claims 1 to 15, wherein the at least one active noise
cancellation unit is a combination of feed-forward-
type and feedback type active noise cancellation
unit.

17. A method of improving noise cancellation in a hear-
ing device system, the method comprising the steps
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of:

converting a first audio signal to an electric audio
signal by an input transducer,
processing the electric audio signal by at least
partially correcting for a hearing loss of a user
by a signal processor,
generating from at least said processed electric
audio signal a sound pressure in an ear canal
of the user by an output transducer, whereby
the generated sound pressure is at least partially
corrected for the hearing loss of the user;
estimating an acoustical feedback path by a
feedback cancellation unit;
providing an active noise cancellation signal
adapted to perform active noise cancellation of
an acoustical signal entering the ear canal in
addition to said generated sound pressure by at
least one active noise cancellation unit compris-
ing an active noise cancellation filter;
combining the processed electric audio signal
with the active noise cancellation signal by a
combiner unit to obtain a combined signal and
providing the combined signal to the output
transducer,

wherein the method further comprises the step of
adjusting a gain and/or filter characteristics of the
active noise cancellation filter by the feedback can-
cellation unit in dependence on the estimated acous-
tical feed-back path.

Patentansprüche

1. Hörgerätesystem mit zumindest einem Hörgeräte-
schaltkreis und zumindest einer aktiven Rauschun-
terdrückungseinheit,
wobei der zumindest eine Hörgeräteschaltkreis um-
fasst:

- zumindest einen Eingangswandler, der ausge-
bildet ist, ein erstes Schallsignal in ein elektri-
sches Schallsignal zu wandeln;
- einen Signalprozessor, der mit dem zumindest
einen Eingangswandler verbunden und ausge-
bildet ist, das elektrische Schallsignal zu verar-
beiten, indem zumindest ein Hörverlust eines
Nutzers teilweise korrigiert wird;
- einen Ausgangswandler, der ausgebildet ist,
aus dem zumindest einen verarbeiteten elektri-
schen Schallsignal einen Schalldruck im Gehör-
gang des Nutzers zu erzeugen, wobei der er-
zeugte Schalldruck zumindest teilweise für ei-
nen Hörverlust des Nutzers korrigiert ist;
- eine Rückkopplungs-Unterdrückungseinheit,
die ausgebildet ist, einen akustischen Rück-
kopplungspfad zu schätzen,

wobei die zumindest eine Einheit zur aktiven
Rauschunterdrückung einen aktiven Rauschunter-
drückungsfilter aufweist und ausgebildet ist, ein ak-
tives Rauschunterdrückungssignal zu liefern, das
ausgebildet ist, eine aktive Rauschunterdrückung ei-
nes zusätzlich zu dem erzeugten Schalldruck in den
Gehörgang eintretenden akustischen Signals aus-
zuführen,
wobei das Hörgerätesystem außerdem eine Kombi-
niereinheit aufweist, die ausgebildet ist, das verar-
beitete elektrische Schallsignal mit dem aktiven
Rauschunterdrückungssignal zu kombinieren, um
ein kombiniertes Signal zu erhalten und das kombi-
nierte Signal an den Ausgangswandler zu liefern,
wobei die Rückkopplungsunterdrückungseinheit
weiterhin ausgebildet ist, die Verstärkung und/oder
die Filtercharakteristika des aktiven Rauschunter-
drückungsfilters in Abhängigkeit des geschätzten
akustischen Rückkopplungspfades einzustellen.

2. Hörgerätesystem gemäß Anspruch 1, bei dem die
Rückkopplungsunterdrückungseinheit ausgebildet
ist, eine Frequenzantwort des aktiven Rauschunter-
drückungsfilters einzustellen.

3. Hörgerätesystem gemäß Anspruch 1 oder 2, bei
dem das Hörgerätesystem außerdem eine Steuer-
einheit für eine kontinuierliche Schallübertragung
aufweist, die ausgebildet ist, ein zweites Schallsignal
von einem Gerät zur kontinuierlichen Schallübertra-
gung zu empfangen.

4. Hörgerätesystem gemäß Anspruch 3, bei dem die
Kombiniereinheit weiterhin ausgebildet ist, das zwei-
te Schallsignal mit dem aktiven Rauschunterdrük-
kungssignal zu kombinieren, um ein kombiniertes Si-
gnal zu erhalten und das kombinierte Signal an den
Ausgangswandler zu liefern.

5. Hörgerätesystem gemäß Anspruch 3 oder 4, bei
dem das Gerät zur kontinuierlichen Schallübertra-
gung ein digitales Gerät ist.

6. Hörgerätesystem gemäß Anspruch 3 oder 4, bei
dem das Gerät zur kontinuierlichen Schallübertra-
gung ein analoges Gerät ist.

7. Hörgerätesystem gemäß einem der Ansprüche 3 bis
6, bei dem das Hörgerätesystem drahtlos mit dem
Gerät zur kontinuierlichen Schallübertragung zu ver-
binden ist.

8. Hörgerätesystem gemäß einem der Ansprüche 3 bis
6, bei dem das Hörgerätesystem mit dem Gerät zur
kontinuierlichen Schallübertragung über Draht zu
verbinden ist.

9. Hörgerätesystem gemäß einem der Ansprüche 1 bis
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8, bei dem die zumindest eine Einheit zur aktiven
Rauschunterdrückung eine automatische Aus-
gangsverstärkungssteuerung aufweist.

10. Hörgerätesystem gemäß einem der Ansprüche 1 bis
9, bei dem das Hörgerätesystem weiterhin eine Puls-
weitenmodulationseinheit aufweist, die ausgebildet
ist, eine Pulsweitenmodulation des kombinierten Si-
gnals auszuführen.

11. Hörgerätesystem gemäß einem der Ansprüche 1 bis
10, bei dem das Hörgerätesystem außerdem eine
Pulsdichtenmodulationseinheit aufweist, die ausge-
bildet ist, eine Pulsdichtenmodulation des erarbeite-
ten elektrischen Schallsignals auszuführen.

12. Hörgerätesystem gemäß einem der Ansprüche 1 bis
11, bei dem die zumindest eine Einheit zur aktiven
Rauschunterdrückung analog ist.

13. Hörgerätesystem gemäß einem der Ansprüche 1 bis
11, bei dem die zumindest eine Rauschunterdrük-
kungseinheit digital ist.

14. Hörgerätesystem gemäß einem der Ansprüche 1 bis
13, bei dem die zumindest eine Einheit zur aktiven
Rauschunterdrückung eine gesteuerte Einheit zur
aktiven Rauschunterdrückung ist, bei der die
Rauschunterdrückung auf einem Signal von dem zu-
mindest einen Eingangswandler beruht.

15. Hörgerätesystem gemäß einem der Ansprüche 1 bis
13, bei dem die zumindest eine Einheit zur aktiven
Rauschunterdrückung eine geregelte Einheit zur ak-
tiven Rauschunterdrückung ist, bei dem die
Rauschunterdrückung auf einem zweiten Eingangs-
wandler beruht, der ausgebildet ist, ein zweites
Schallsignal aus dem Rest-Raum zu wandeln.

16. Hörgerätesystem gemäß einem der Ansprüche 1 bis
15, bei dem die zumindest eine Einheit zur aktiven
Rauschunterdrückung eine Kombination aus einer
gesteuerten und einer geregelten aktiven
Rauschunterdrückungseinheit ist.

17. Verfahren zum Verbessern der Rauschunterdrük-
kung in einem Hörgerätesystem, bei dem das Ver-
fahren die Schritte aufweist:

- Wandeln eines ersten Schallsignals in ein elek-
trisches Schallsignal mittels eines Eingangs-
wandlers,
- Verarbeiten des elektrischen Schallsignals
durch zumindest teilweises Korrigieren in Bezug
auf einen Hörverlust eines Nutzers mittels eines
Signalprozessors;
- Erzeugen eines Schalldrucks in einem Gehör-
gang des Nutzers zumindest aus dem verarbei-

teten elektrischen Schallsignal mittels eines
Ausgangswandlers, wobei der erzeugte Schall-
druck zumindest teilweise hinsichtlich eines
Hörverlustes des Nutzers korrigiert ist;
- Schätzen eines akustischen Rückkopplungs-
pfades mittels einer Rückkopplungsunterdrük-
kungseinheit;
- Liefern eines Signals zur aktiven Rauschun-
terdrückung, das ausgebildet ist, eine aktive
Rauschunterdrückung eines zusätzlich zu dem
erzeugten Schalldruck in den Gehörgang ein-
tretenden akustischen Signals mittels zumin-
dest einer aktiven Rauschunterdrückungsein-
heit, die einen aktiven Rauschunterdrückungs-
filter aufweist;
- Kombinieren des verarbeiteten elektrischen
Schallsignals mit dem aktiven Rauschunter-
drückungssignal mittels einer Kombiniereinheit,
um ein kombiniertes Signal zu erhalten und das
kombinierte Signal an den Ausgangswandler zu
liefern,

wobei das Verfahren den Schritt des Einstellens von
Verstärkungs- und/oder Filtercharakteristiken des
aktiven Rauschunterdrückungsfilters mittels der
Rauschunterdrückungseinheit in Abhängigkeit des
geschätzten akustischen Rückkopplungspfades
aufweist.

Revendications

1. Système de prothèse auditive comprenant au moins
un circuit de prothèse auditive et au moins une unité
d’annulation active du bruit,
le au moins un circuit de prothèse auditive
comprenant :

- au moins un transducteur d’entrée adapté pour
convertir un premier signal audio en un signal
électrique audio ;
- un processeur de signal connecté à le au moins
un transducteur d’entrée et adapté pour traiter
ledit signal électrique audio en corrigeant au
moins partiellement pour une perte auditive d’un
utilisateur;
- un transducteur de sortie adapté pour générer
à partir au moins dudit signal électrique audio
traité une pression acoustique dans un canal
auditif de l’utilisateur, de sorte que la pression
acoustique produite est au moins partiellement
corrigée pour la perte auditive de l’utilisateur ;
- une unité d’annulation de rétroaction adaptée
pour estimer un trajet de rétroaction acoustique,

la au moins une unité d’annulation active du bruit
comprenant un filtre d’annulation de bruit actif et
étant adapté pour fournir un signal d’annulation de
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bruit actif adapté pour effectuer l’annulation active
du bruit d’un signal acoustique entrant dans le canal
de l’oreille, en plus de ladite pression acoustique gé-
nérée,
le système de prothèse auditive comprenant en
outre une unité de combinaison adaptée pour com-
biner le signal électrique audio traité avec le signal
d’annulation actif du bruit, afin d’obtenir un signal
combiné et pour fournir le signal combiné au trans-
ducteur de sortie,
dans lequel l’unité d’annulation de rétroaction est en
outre adaptée pour régler un gain et / ou des carac-
téristiques de filtre du filtre d’annulation de bruit actif,
en fonction du trajet de rétroaction acoustique esti-
mé.

2. Système de prothèse auditive selon la revendication
1, dans lequel l’unité d’annulation de rétroaction est
destinée à ajuster la réponse en fréquence du filtre
d’annulation de bruit actif.

3. Système de prothèse auditive selon la revendication
1 ou 2, dans lequel le système de prothèse auditive
comprend en outre une unité de commande de dif-
fusion audio conçue pour recevoir un second signal
audio à partir d’un dispositif de diffusion audio.

4. Système de prothèse auditive selon la revendication
3, dans lequel l’unité de combinaison est en outre
adaptée pour combiner le second signal audio avec
le signal d’annulation actif du bruit, afin d’obtenir un
signal combiné et pour fournir le signal combiné au
transducteur de sortie.

5. Système de prothèse auditive selon la revendication
3 ou 4, dans lequel le dispositif de diffusion audio
est numérique.

6. Système de prothèse auditive selon la revendication
3 ou 4, dans lequel le dispositif de diffusion audio
est analogique.

7. Système de prothèse auditive selon l’une quelcon-
que des revendications 3 à 6, dans lequel le système
de prothèse auditive est connectable sans fil au dis-
positif de diffusion audio.

8. Système de prothèse auditive selon l’une quelcon-
que des revendications 3 à 6, dans lequel le système
de prothèse auditive est connectable filairement au
dispositif de diffusion audio.

9. Système de prothèse auditive selon l’une quelcon-
que des revendications 1 à 8, dans lequel la au moins
une unité d’annulation active du bruit comprend en
outre une commande de gain de sortie automatique.

10. Système de prothèse auditive selon l’une quelcon-

que des revendications 1 à 9, dans lequel le système
de prothèse auditive comprend en outre une unité
de modulation de largeur d’impulsion adaptée pour
effectuer une modulation de largeur d’impulsion du
signal combiné.

11. Système de prothèse auditive selon l’une quelcon-
que des revendications 1 à10, dans lequel le systè-
me de prothèse auditive comprend en outre une uni-
té de modulation de densité d’impulsions adaptée
pour effectuer une modulation de densité d’impul-
sions du signal audio électrique traité.

12. Système de prothèse auditive selon l’une quelcon-
que des revendications 1 à 11, dans lequel la au
moins une unité d’annulation active de bruit est ana-
logique.

13. Système de prothèse auditive selon l’une quelcon-
que des revendications 1 à 11, dans lequel la au
moins une unité d’annulation active de bruit est nu-
mérique.

14. Système de prothèse auditive selon l’une quelcon-
que des revendications 1 à 13, dans lequel la au
moins une unité d’annulation active de bruit est une
unité d’annulation active du bruit de type anté-réac-
tion (feed-forward) où l’annulation de bruit est basée
sur un signal provenant de l’au moins un transduc-
teur d’entrée.

15. Système de prothèse auditive selon l’une quelcon-
que des revendications 1 à 13, dans lequel la au
moins une unité d’annulation active du bruit est un
appareil actif d’annulation de bruit de type rétroac-
tion, où l’annulation du bruit est basée sur un second
transducteur d’entrée adapté pour convertir un se-
cond signal audio à partir d’espace résiduel.

16. Système de prothèse auditive selon l’une quelcon-
que des revendications 1 à 15, dans lequel la au
moins une unité d’annulation active du bruit est une
combinaison d’unités de type anté-réaction (feed-
forward) et de type annulation de rétroaction active.

17. Procédé d’amélioration de suppression de bruit dans
un système de prothèse auditive, le procédé com-
prenant les étapes consistant à :

- convertir un premier signal audio en un signal
électrique audio par un transducteur d’entrée,
- traiter le signal électrique audio en corrigeant
au moins partiellement pour une perte auditive
d’un utilisateur par un processeur de signal,
- générer, à partir d’au moins ledit signal élec-
trique audio traité une pression acoustique dans
un canal auditif de l’utilisateur par un transduc-
teur de sortie, de sorte que la pression acousti-
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que produite est au moins partiellement corrigée
pour la perte auditive de l’utilisateur;
- estimer un trajet de rétroaction acoustique par
une unité d’annulation de rétroaction ;
- fournir un signal d’annulation active de bruit
adapté pour effectuer l’annulation active du bruit
d’un signal acoustique entrant dans le canal de
l’oreille en plus de ladite pression acoustique
générée par au moins une unité d’annulation ac-
tive du bruit comprenant un filtre d’annulation de
bruit actif ;
- combiner le signal électrique audio traité avec
le signal d’annulation actif du bruit par une unité
de combinaison pour obtenir un signal combiné
et fournir le signal combiné au transducteur de
sortie,

dans lequel le procédé comprend en outre l’étape
consistant à ajuster un gain et / ou des caractéristi-
ques de filtre du filtre d’annulation de bruit actif par
l’unité d’annulation de rétroaction en fonction du tra-
jet de rétroaction acoustique estimé.
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